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NEC SVv8300/9300 IP PBX Configuration Guide

Charter

COMMUNICATIONS

1 Introduction

The document describes how to configure the NEC SV8300 IP PBX to interoperate within the Charter network. It does not provide any information
on how to provision, configure or use the features of the IP PBX. Please refer to the documentation provided with the IP PBX or contact the

vendor.

2 SIP Trunk Configuration

2.1 Verifying SIP Trunk License

Follow the steps listed below to configure the SIP Trunk license verification.

Step Action
1 In the System Data

Navigate to CM F88>017>xx:yy (xx=Channels Assigned/yy=Total SIP Trunks Available)
2 Verify SIP Trunk license.

3 Procedure completed.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written 1
permission from Charter Communications™.



System Data - P
‘-
Read
CMF8 : OPTION VALUE
ST + FBY + DE + 15T DATA + DE + 2ND DATA + BXE
8: -
002 : 002 |ISDN Terminals :0000,/0008 |
g i
010: 010 [VoIP Channels :0048/0256 |
8:
011:011 [PTrunk  :0023/0128 |
8:
012:012 [PPorts  :0002/0050 |
g
016:016 [Remate Uit :0000/0005 |
8:
017: 017 [51P TRK Channels:0024/0096 |
8:
018: 018 [GoftPhone  :0000/0015 | L
8: |
019:019 [softPhone ACD :0000/0015 |
8:
020: 020 s :0000,0000 |
8:
023:023 [Mobility Access :0000/0020 |
3: [8300R3]
024: 024 [5TD SIP Phone :0000/0030 |
3: [3300R2]
025: 025 [Embedded 32° CNF:0000/0032 |
8:
043: 043 [MsPORT 00080016 | =
8:
044 : 044 [UMs FAX PORT  :0004/0004 |
g
045 : 045 [UMs TS PORT :0000/0010 |
8:
046: 046 [Ums cLiEnT  :0009/0013 | %

2.2 Setting up Network

Follow the steps below to set up the network.

Step  Action
1 In the System Data Navigate to CM 0B101>00>XXX.XXX.XXX.XXX.

Set system VoIP IP address.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
permission from Charter Communications™.



2 In the System Data Navigate to CM 0B101>01>XXX.XXX.XXX.XXX.

Set system VoIP Subnet Mask.

3 In the System Data Navigate to CM 0B101>02>XXX.XXX.XXX.XXX.

Set system VoIP Default Gateway

4 In the System Data Navigate to CM 0B101>10>xX.

Set VolIP Location Number.
5 All the other values are set to default values.
6 SV8300 must be reset in order to for the changes to take effect.

7 Procedure completed.

System Data
[~ B
Read Apply
CMOB : LAN PORT DATA ASSIGNMENT (VoIPDB Port)
ST + OBYYY + DE + 15T DATA + DE + 2ND DATA + EXE
1 Unitve. |02 -
IU[J + IP Address for the system [RESET] P Address [192.168.53.80 | oo —255.255.255.254)' &
01: Subnet Mask for the system [RESET] Subnet Mask (255.0.0.0 - 255.255.255.2532)

02: Default Gateway for the system [RESET] Default Gateway  [192.168.53.1 (0.0.0.1 - 255.255,255,254)

09 : Speed mode for the LAN Interface [RESET] [15(Def|} : Auto Negotiation (GbE) v]

10 : Location Mo, for stations and VoIPDB accommodated in the Unit :
Location No. :
|(Avai\able when location number is not assigned by CM12 YY=39, 50.) ocfionRo- | Blesll =
11: Tenant No. for IP stations accommodated in the Unit Tenant number | NONE(Def.) : 01 =

m

20 : Whether to allow the connection with PCPro [RESET] (7 0:Restricted @ 1(Def.) : Allow

30 : UDP Port for IP Multiline Terminal voice control [RESET] Port No. l:l (Def. = 50000 / Range = 50000 - 53071) | &)
31 : UDP Port for Registration Admission Status (RAS) port [RESET] Port No l:l (Def. = 3456)

32 : UDP Port for DT700 Series voice control packet [RESET] Port No. l:l (Def. = 5080)

33 : UDP Port for standard SIP voice control packet [RESET] [8300R.3] Port No. l:l (Def. = 5070)

34 : TCP Server Port for CCIS [RESET][IP TRUNMK RESET] Port No. l:l (Def. = 57000)

35: TCP Client Port for CCIS [RESET] [IP TRUNK RESET] PortNo. || (Def. = 58000 /Range = 58000 - 59023)

36 : UDP Port for SIP control packet [RESET] Port No l:l (Def. = 5050)

37 : TCP server Port for P2P voice control [RESET] Port No. l:l (Def. = 5100)

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
permission from Charter Communications™.



System Data

ST + 0BYYY + DE + 15T DATA + DE + 2ND DATA + EXE
2 L

Unit No. |01 7
38 : TCP dient Port for P2P voice control [RESET]
39 : RTP Base Port [RESET]
40 : Device Handler Manager (DHM) Self Port [RESET]

4

)

: UDP port Mumber for Presence Server [RESET] [8300R4]

50 : VLAM function [RESET]

wn

: Priority of VLAN ID [RESET]

52 : VLAN ID [RESET]

© £

Read Apply

CMOB : LAN PORT DATA ASSIGNMENT (VoIPDB Port)

Part No. |:| (Def. = 6200 /Range = 6200 - 5328)

Part No. |:| (Def. = 56000)

Part No. |:| (Def. = 3300 /Range = 3300 - 3401)
Port No. |:| (Def. = 5082)

) 0:Toprovide @ 1{Def.) : Not provided

VLANTD |:|

60 : Primary IP Address for DNS server [RESET] IP Address | | (0.0.0.1 - 255.255,255,254)
61 : Secondary IP Address for DNS server [RESET] IP Address | | (0.0.0.1 - 255,255, 255.254)
G[ISE:S\?l'l]id duration of the first query to a DNS server (Mot Used) l:l Minutes. (Def. = 60 Minutes.)

70 : Global IP Address for VoIPDE of Remote Unit of Remote UNIT IP Address | | (0.0.0.1 - 255,255, 255,254)

over IP when VoIPDB is controlled by NAT Tote: When
only one SIP trunk carrier is used, set Global IP address by

CMOB 1370, When Multi-SIP trunk carrier service is used, set Global
IP address by CMBA Y =139, [RESET]

88 : Read the MAC address (STBY) [8300RS]

m

MAC address  (00:60:b3:44:20:f1
143 : UDP Port for standard SIP control packet between Units

[RESET] [8300R7] Partlio. [ | (Def. = 5078) =

] m ] 3

89 : Read the MAC address [8300R&]

2.3 Configuring IP PAD

Follow the steps listed below to configure the IP PAD.

NOTE 1: CMOB Y=2XX>20-26 (IP address 2-8) can be assigned only when using PZ-64IPLA/PZ-128IPLA. The settings of CMOB Y=2XX>20-26
(IP address 2-8) become ineffective when using PZ-64IPLC-A/PZ-128IPLC-A (effective only for the setting of CMOB Y=2XX>00 (IP address 1)).

NOTE 2: When using PZ-64IPLA/PZ-128IPLA, one IP address (RTP) is required for every 16 IPPAD voice channels of VolPDB.

Step  Action

1 In the System Data Navigate to CM 0B201>00>xxxX.XXX.XXX.XxX. Set IP address for first 16 IPPAD channels.
If using VolPDB PZ-64IPLC-A/PZ-128IPLC-A one IP address is used for all IPPAD channels.

2 In the System Data Navigate to CM 0B201>10>xx (xx=number of IPPAD channels).
Set the number of IPPAD channels to be used.

3 In the System Data Navigate to CM 0B201>20>XXX.XXX.XXX.XXX.

Set IP address for second set of 16 IPPAD channels if required.

This command if ineffective when using VolPDB PZ-64|PLC-A/PZ-128IPLC-A.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written 4
permission from Charter Communications™.



4 In the System Data Navigate to CM 0B201>21>XXX.XXX.XXX.XXX.

Set IP address for third set of 16 IPPAD channels if required.

This command if ineffective when using VolPDB PZ-64IPLC-A/PZ-128IPLC-A.
5 In the System Data Navigate to CM 0B201>22>XXX.XXX.XXX.XXX.

Set IP address for fourth set of 16 IPPAD channels if required.

This command if ineffective when using VolPDB PZ-64IPLC-A/PZ-128IPLC-A
6 In the System Data Navigate to CM 0B201>23>XXX.XXX.XXX.XXX.

Set IP address for fifth set of 16 IPPAD channels if required.

This command if ineffective when using VolPDB PZ-64IPLC-A/PZ-128IPLC-A
7 In the System Data Navigate to CM 0B201>24>XXX.XXX.XXX.XXX.

Set IP address for sixth set of 16 IPPAD channels if required.

This command if ineffective when using VolPDB PZ-64IPLC-A/PZ-128IPLC-A
8 In the System Data Navigate to CM 0B201>25>XXX.XXX.XXX.XXX.

Set IP address for seventh set of 16 IPPAD channels if required.

This command if ineffective when using VolPDB PZ-64IPLC-A/PZ-128IPLC-A
9 In the System Data Navigate to CM 0B201>26>XXX.XXX.XXX.XXX.

Set IP address for eighth set of 16 IPPAD channels if required.

This command if ineffective when using VolPDB PZ-64IPLC-A/PZ-128IPLC-A
10  All the other values are set to default values.
11 Click Apply.
12 SV8300 must be reset in order to for the changes to take effect.

13 Procedure completed.

System Data o 2
Read Apply
CMOB : LAN PORT DATA ASSIGNMENT (VoIPDB)
ST + OBYYY + DE + 15T DATA + DE + 2ND DATA + EXE
|2’ UnitNo. D1 -
00 : 1P Address 1 (RTP) for VoIPDB [RESET] IP Address [192.168.53.81 0.0.0.1 -255.255.255.254}' 2
10 : Number of the channels used for VoIPDE 48: 48 —_— = .
I
20 : IP Address 2 (RTP) for the VoIPDB [RESET] IP Address [192.168.53.82 (0.0.0.1 - 255.255.255.254) I I
21: IP Address 3 (RTP) for the VoIPDB [RESET] IP Address [192.168.53.83 | ©.0.0.1-255.255.255.254) | =
22 : 1P Address 4 (RTF) for the YoIPDBE [RESET] P Address | | (0.0.0.1 - 255.255,255.254)
23 :IP Address 5 (RTF) for the VoIPDB [RESET] P Address | | (0.0.0.1 - 255.255.255.254)
24 : IP Address 6 (RTF) for the VoIPDB [RESET] P Address | | (0.0.0.1 - 255.255.255.254)
25 : IP Address 7 (RTF) for the VoIPDE [RESET] P Address | | (0.0.0.1 - 255.255,255.254)
26 : IP Address & (RTF) for the VoIPDB [RESET] P Address | | (0.0.0.1 - 255.255.255.254)
40 : RTP Base Port for Voice Packet transmittingreceiving [RESET] RTP Port No. l:l (Def. = 10000 / Range = 10000 - 10254)
4 n 3 i

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
permission from Charter Communications™.



System Data
Y o 2
Read Apply

CMOB : LAN PORT DATA ASSIGNMENT (VoIPDB)
5T + 0BYYY + DE + 15T DATA + DE + 2ND DATA + EXE

25 Unitho. |01 -

490 : Provide the call log collection with VoIPDB

o

: To provide @ 1(Def.) : Not provided =

91 : Provide the fault log collection with VoIPDE [RESET]

o

: Not provided @ 1{Def.) : To provide

120 : Tone Disabler for the FAX communication on the SIP trunk @

o

: Available 71 1(Def.) : Not available

121 : DTMF inband mode for VoIPDE

=1

: In-band mode (Voice pass through) @ 1{Def.) : Out-band mode (with H.245 UIL/RFC2833)

150 : Payload type of Out-band DTMF (RFC2333) [8300R6] Payload type l:l (Def.(NONE) = 101 / Range = 1 - 127)

4 I J

\
'\\
PN

I
fTop|
[ N

4 [m

2.4 Registering SIP Trunk Numbers

Follow the steps listed below to configure the SIP Trunk Numbers.

Step Action

1 In the System Data Navigate to CM 1003>000-003>Dxxx (xxx=Trunk Number used for SIP Control Channel).
Note: SV8300 can handle up to four different SIP trunk servers. Channels 000-003 are reserved for SIP control channels.
If only one server is used leave ports 001-003 blank for future expansion.

2 In the System Data Navigate to CM 1003>004-127>Dxxx (Xxx=Trunk Numbers used for SIP Voice Channels).
Enter each trunk number used for voice channels.
Note: Channels 004-127 are reserved for SIP voice channels.

3 Click Apply.

4 Procedure completed.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
permission from Charter Communications™.



System Data

n £
Read Apply
CM10 : SIP TRUNK REGISTRATION [RESET]
ST + 10YY + DE + VIRTUAL PORT NO. + DE + STATION NO./ TRUNK NO./BLADE NO. + EXE
I.)ritNo. |n1 _']I(\l’rmal Port Mo.000 = For control channel, 001-015 = For control channel or voice channel, 016 or more = For voice channel)

Virtual Port No. (for SIP Data {For details of setting
trunk) data, refer to Help)

Qoo D224
001

002

003

004 D200
a5 D201
005 D202
007 D203
003 D204
ik} D205
010 D206
011 D207
012 D208
013 D209
014 D210
015 D211
015 D212
017 D213
013 D214
019 D215

2.5 Adding Trunk Route

Follow the steps listed below to add trunk route.

Step  Action
1 In the System Data Navigate to CM 3000>Dxxx>yy (xxx=SIP trunk voice channel, yy=Trunk Route Number).
Enter the same route number to all SIP voice channels.
Do not enter a route number to the SIP control channel.
2 In the System Data Navigate to CM 3035>Dxxx>yyy (xxx=SIP trunk voice channel, yyy=CIC Number).
Enter a CIC number to each voice channel.

CICs should be assigned in order of voice channels for each SIP trunk server (i.e. SIP trunk server 1 uses CICs 001, 002, ..., SIP trunk
server 2 uses the same CICs 001, 002, ...).

3 All the other values are set to default values.
4 Click Apply.

5 Procedure completed.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
permission from Charter Communications™.



System Data
ystem Da - 2

Read Apply

CM30 : TRUNK DATA
ST +30YY + DE + TRUNK Mo. + DE + DATA + EXE

|Trunk Mo, [201

IDO : Trunk route allocation [RESET] [BLADE RESET] [IP TRIUNK RESET] Trunk Reute No. |20 20 = I =)

01 Allocation of tenants to trunks TenantNo. [p1(oef): o1 =

U2 el s snPa FDaUS RE o GG e [SI(DEf.} : DID, Tie Line and the call which is not handled by the PBX ']

?;i‘orsrzr]mnahng system in Night Mode for incoming C.0. calls [31(Daf.) + DID, Tie Line and the call which is not handled by the PBX ']

04: Direct-In Termination in Day Mode :| Station No. for Direct-In Termination / Abbreviated code of System Speed Dialing for DIT-Cutside

05 : Direct-In Termination in Night Mode :| Station No. for Direct-In Termination / Abbreviated code of System Speed Dialing for DIT-Outside

07 : CIC (Circuit Identification Code) used for ISDN-Primary Rate

Interface voice channels HOME(ef;)iato sale

08 : Restriction of outgoing connection during Might Mode () 0:Restricted @ 1(Def.) : Allow L

09 : Trunk group no. NONE(Def) : Nodata  +

13 : Handing of busy/not available Direct-In Termination destination in

| 15(Def.) : Keep the cal ringing (Wait unti the station becomes ide) |

Day Mode.

14 : Handing of busy/not available Direct-In Termination destination in = = z z 3

MNight Mode {IS(Daf.) + Keep the call ringing (Wait until the station becomes idle) vI
15 : Handling of unanswered calls to Direct-In Termination destination

in Day Mngg [IE(Def.} : Keep the call ringing ']

16 : Handling of unanswered calls to Direct-In Termination destination [15(Daf} T 'I

in Night Mode
17 : Trunk Answer Any Station (TAS) group TAS Group No. [NONE(DeF.) : No data
18 : Trunk Line (Direct) Appearance-Multiline Terminal (7 0:Toprovide @ 1i{Def.) : Not provided
4| mn ’ r
System Data
Read Apply
CM30 : TRUNK DATA
ST + 30YY + DE + TRUNK Mo. + DE + DATA + EXE
Tkt
19 : Trunk ne. / 1SDN subscriber no. Trunk ID Code { ISDN Subscriber Mo, l:l
28 : Paging Answer Zone/Kind of Paging Paging Answer Zone | NONE{Def.) :Nodata ~
find of Paging [nonE@ef.) : Mo data ~7
30 : Handing of busy/not available Automated Attendant/Remote =
Access to System (DISA) destination in Day Mode [IS(Daf.} : C.0. line release
31 : Handling of busy/not available Automated Attendant/Remote -
Access to System (DISA) destination in Night Mode [15(Def.) : C.0. e release
32 : Handling of timed-out Automated Attendant/Remote Access to N
System (DISA) callin Day Mode [15(Daf.} : C.0. line release 'I
33 : Automated Attendant Handling of all PBR busy when 2nd T =
announcement and DT are connected. (15002 : €.0. Ine reease J
34 : ISDN Local Office Code Table Mo. Local Office Code Table No. o =
35 : CIC (Circuit Identification Code) used for Mo. 7 CCIS/SIP voice
Eannels [RESET] CIC - |oo2: o2
37 : Handling of timed-out Automated Attendant call in Night Mode [15(Daf I T
40 Terminating System in Mode A for incoming .0, calls [31(Daf.} + DID, Tie Line and the call which is not handled by the PBX ']
SR R SR e R E [SI(DEf.} : DID, Tie Line and the call which is not handled by the PBX ']
42: Direct-In Termination in Mode A l:l Station No. for Direct-In Termination / Abbreviated code of System Speed Dialing for DIT-Outside
43 : Direct-In Termination in Mode B l:l Station No. for Direct-In Termination / Abbreviated code of System Speed Dialing for DIT-Outside
47 : Assodiation of BRT and Multiline Terminal for power failure l:l Station number of Multiine Terminal for power failure L &
[8300R2] "
4 n " r

4/\.%:

2.6 Entering SIP Trunk Route Data

Follow the step below to enter SIP Trunk Data.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
permission from Charter Communications™.



Step

1

10
11

12

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written

Action
In the System Data Navigate to CM 35000>xx>00 (xx=Trunk route number of SIP voice channels).
Enter the kind of trunk route to 00 (DDD (C.O., DID, ISDN, SIP) Trunk).

In the System Data Navigate to CM 35004>xx>2 (xx=Trunk route number of SIP voice channels).

Enter answer signal from distant office for outgoing connection to 2 (Answer signal arrives (Tie Line/ISDN/CCIS/SIP).

In the System Data Navigate to CM 35009>xx>03 (xx=Trunk route number of SIP voice channels).
Enter incoming connection signaling to 03 (Wink Start/CCIS/SIP).

In the System Data Navigate to CM 35018>xx>0 (xx=Trunk route number of SIP voice channels).
Enter digit conversion on DID call to O if required.

If digit conversion is not required leave default.

In the System Data Navigate to CM 35020>xx>00 (xx=Trunk route number of SIP voice channels).
Enter sender start condition to 00 (Wink Start/CCIS/SIP).

In the System Data Navigate to CM 35049>xx>00 (xx=Trunk route number of SIP voice channels).
Enter SMDR for incomming to To provide.

In the System Data Navigate to CM 35059>xx>00 (xx=Trunk route number of SIP voice channels).
Enter Call waiting for DID call to Allow.

In the System Data Navigate to CM 35090>xx>0 (xx=Trunk route number of SIP voice channels).

Enter special facilites to 0 (No.7 CCIS, SIP Trunk).

In the System Data Navigate to CM 35091>xx>yy (xx=Trunk route number of SIP voice channels, yy=CCH number used for SIP trunk).

Note: CCH 00 should not be assigned for SIP trunk interface; P-P CCIS must use CCH 00. Assign a different CCH to each SIP trunk

server.
All the other options are set to default values.
Click Apply.

Procedure completed.

permission from Charter Communications™.



System Data
Y L -4

Read Apply
CM35 : TRUNK ROUTE DATA
ST + 35YYY + DE + TRUNK ROUTE + DE + DATA + EXE
ITrur\kRnute No. |20 - |
| 000 : Kind of Trunk Route [00: oD (€.0., DI, 5DN, SIP) trunk ~ ]l
001 : Dialing signal type [BLADE RESET] [7(DeF : Encoming] DR/DTHF / [Dutgoing] THF -]
002 : Call direction Sk Botay kT
003 : Trunk name no. / Local Office Code table no. used for tandem = =
connection (for MFC Signaling on DOD/Enhanced 911) Trunk Name / Local Office Code Table No. [15(Def.) : Kind of trunk route assigned by CM35 YYY=000 is displayed / Mot send callir
004 : Answer signal rom distant office for outgoing connection (22 Acewer sgnal arives (e ne SN ACCIS STP) 3 |

005 : Release signal from distant office for outgoing comnection or
incoming connection

() 0 : Release signal does not arrive (Ground StartLoop Start C.0. line without Release signal) @ 1{Def.) : Release signal arrives

008 : Sending dial pulse on outgoing call [MDEF‘) : Dial pulses are sent out (C.0. lineTie line /Radio Paging) v]
IJU'J : Incoming connection signaling [BLADE RESET] 03+ wink starticeissre - |

010 : 2nd DT sending on call termination (2) 0:2nd DT is not sent {DID, etc.) @ 1(Def.) : 2nd DT is sent

011 : Toll Restriction () 0:Toprovide @ 3(Def.) : Not provided

012 : Number of digits to be received on DID for Development Table 0 3(Def. digits

013 : Maximum number of sending digits allowed on outgeing
connection <Far C.0. trunks, data assignment is not required. >

014 : SMDR/Centralized-Biing-CCIS for outgaing call () 0:Notprovided @ 1(Def.) : To provide

[NONE(Def.) : Radio Paging TRK <2 digits + ST / Ordinary TRK <Determined by CM35 Y¥¥=0762 v] digit(s)

015 : Kind of call termination indicator key/lamp on Attendant Console  [NONE(DEF) + No data
<Call termination indicator lamps further categorized by the kind of [oneoety
calls (e.q. C.0 incoming call or Tie line incoming call). [8300R2]

016 : Sending of Hook Flash to outside

") 0:Notsending @ 1(Def.) : Sending

017 : Digit addition and deletion at the tme of a Tie line incoming ¢all: [ 15ef.) : Addition/deletion is not performed,  ~
O st incoming call From 2 Ti e, iFthe rmber of tiats amving from . 1EIASIEN i = )
the distent affice does not coincide with the number, the number of

digits is to be adiusted by this data assignment.
|n1a it conversion on DID call @ 0:Toprovide (7 1(Def.) : Not provided I

0 i ] v

n

System Data
¥ @ 2

Read Apply
CM35 : TRUNK ROUTE DATA
ST +35YYY + DE + TRUNK ROUTE + DE + DATA + EXE
TrukRoute .
|[]2[] : Sender start condition [BLADE RESET] [00 . Wink Start/CCIS/SIP v] | -~
021 : Sender prepausze timing 15(0ef) : 3.0 - | second(s)
022 ; Automatic live recording () 0: Startautomatically @ 1(Def.) : Not available
023 : DP Inter-digital pause [BLADE RESET] a
)2 - T
024 : DTMF Inter-digital pause 7Def) : 128 g et L
025 : DP Make Ratio [BLADE RESET] () 0: 39 % Make Ratio @ 1{Def.) : 33 % Make Ratio
026 : DTMF signal width ) 0:649ms. @ 1(Def.) : 128ms.
028 : Outgoing Trunk Queing ! 0:Motallowed @ 1(Def.): Allow
032 : Distinctive lamp indication on Multiline Terminal during external 0: Green (120 IPM) @ 1(Def.) : Red (120 IPM)
incoming call termination
033 : Interval of SLT/Multiine Terminal ringing signal to station on : o
incoming calls [Other than North America [ Morth America Only] [3{Def'} : External Ringing / 2 seconds ON4 secands OFF Z:
034 : Multiline Terminal Ringer Tone Pattern on incoming calls : Initial Data
{assigned by the combination of YYY=034 and 154) Eecbia = er 1—15:1-4"‘ =
0 |Ringer Tone Pattemm 3 TRinger Tone Pattern 0
1 [Ringer Tone Partem 5 Rinzer Tone Pattarn |
2 |Ringer Tone Pattem 5 Ringer Tone Pattern 2
34 |Ringer Tone Partem 4 Ringer Tone Pattern 7
4 1 | 3

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written

permission from Charter Communications™.
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System Data

CM35 : TRUNK ROUTE DATA

ST +

33YYY + DE + TRUNK ROUTE + DE + DATA + EXE

Tk Routeo.

035

037

038

039

C.0
040

: Trunk seizure faciity
+ MF Signaling,/Caller ID/MFC Signaling on DID
: MFC Signaling on DODEnhanced 911

: Trurk release by detecting reversal of tip and ring on outgaing

L call

: Abbreviated Codes for speed calling for routing to C.0. line

when all tie lines are busy

044

: Trunk access code sent to SMDR for outgoing call/Trunk Access

Caode for Trunk-Direct Appearance Multiline Operation (When both
Y'Y =044 and YYY =139 are set to the same trunk route, the setting
of Y¥Y=189 is effective.)

) 0

B o

0

B o

n 2
Read Apply

: After dialing maximum number of digits @ 1{Def.) : After completing dialed digits ente 5

: Available @ 1(Def.) : Not available

: Available @ 1(Def.) : Mot available

: Notreleased @ 1(Def.) : To release

NONE{Def.) : Nodata  w | Abbreviated Codes for System Speed Dialing assigned by CM7.

l:l WWhen a trunk iz seized by & Trunk Appearance key or LCR, one or two-digit code

046 : DP/DTMF sender release timing 7(Def.): 10 +| seconds

048 : Sending Busy/Idle information to network [North America Only] | 0:Notavailable @ 1{Def.) : Available
043 : SMDR for incoming call @ 0:Toprovide () 1{Def.) : Not provided
051 : Restriction of outgeing connection (Unrestricted) (RCA) 0 ;: Restricted @) 1(Def.) : Allow

052 : Restriction of outgeing connection {Non-Restricted-1) {RCE) ! 0:Restricted @ 1(Def.) : Allow

053 : Restriction of outgeing connection (Mon-Restricted-2) (RCC) ) 0:Restricted @ 1(Def.) : Allow

054 : Restriction of outgoing connection (Semi-Restricted-1) (RCD) ) 0:Restricted @ 1(Def.) : Allow

055 : Restriction of outgeing connection (Semi-Restricted-2) (RCE) | 0:Restricted @ 1(Def.) : Allow

055 : Restriction of outgeing connection (Restricted-1) (RCF) ) 0:Restricted @ 1(Def.) : Allow

057 : Restriction of outgeing connection (Restricted-2) (RCG) | 0:Restricted @ Allow

4

1

1(Def.)

m

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
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System Data

CM35 : TRUNK ROUTE DATA
ST + 35YYY + DE + TRUNK ROUTE + DE + DATA + EXE

TunkRouieto. (@ ]

058 : Restriction of outgoing connection (Fully-Restricted) (RCH) ) 0:Restricted @ 1(Def.) : Allow
IDSQ : Call Waiting for DID call ) 0: Allow ) 1(Def.) : Restricted

060 : Priority Queuing ) 0:Allow @ 1(Def.) : Restricted

061 : Restriction of incoming connection to station (Unrestricted) ) 0:Restricted @ 1(Def.) : Allow

(RCA)

062 : Restriction of incoming connection to station (Non-Restricted-1) | 0:Restricted @ 1(Def.) : Allow

(RCB)

063 : Restriction of incoming connection to station (Non-Restricted-2) 0: Restricted @ 1(Def.) : Allow

(RCC)

064 : Restriction of incoming connection to station (Semi-Restricted-1) | 0:Restricted @ 1(Def.) : Allow

(RCD)

065 : Restriction of incoming connection to station (Semi-Restricted-2) | 0:Restricted @ 1(Def.) : Allow

(RCE)

066 : Restriction of incoming connection to station (Restricted-1) ) 0:Restricted @ 1(Def.) : Allow

(RCF)

067 : Restriction of incoming connection to station (Restricted-2) ) 0:Restricted @ 1(Def.) : Allow

(RCG)

068 : Restriction of incoming connection to station (Fully-Restricted) ) 0 :Restricted @ 1{Def.) : Allow

(RCH)

069 : Announcement service group 0 ) 0:Restricted @ 1(Def.) : Allow

070 : Announcement service group 1 ) 0:Restricted @ 1(Def.) : Allow

071 : Announcement service group 2 0 : Restricted @) 1(Def.) : Allow

072 : Announcement service group 3 | 0:Restricted @ 1(Def.) : Allow

073 : Announcement service group 4 ) 0:Restricted @ 1(Def.) : Allow

(]

Read

=

Apply

m

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written

permission from Charter Communications™.
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System Data
L © &

Read Apply

CM35 : TRUNK ROUTE DATA
ST + 35YYY + DE + TRUNK ROUTE + DE + DATA + EXE

Trnk Route o

074 : Attendant Delay Announcement [§300R 2] () 0:Allow @ 1(Def.) : Restricted

075 : DID incoming LDN display on Multiline Terminal DESKCON () 0: Available @ 1(Def.) : Not available (Trunk ID code assigned by CM30 Y
076 : Designation of Area Code Development Pattern No. for Toll Area Code Devel t Pattern Ni

Restriction Analysis, and Maximum Digit Analysis. rea Code Development Pattemn No. | dafReblabiobusedims

078 : Number of digits to be converted on DID for Development Table (7) 0 : Leading 2-4 digits @ 1(Def.) : Al digits of DID number are converted br
a

079 : Terminal connection form for ISDN Basic Rate Interface [BLADE ) 0: Point-to-Point @ 1(Def.) : Point-to-Multipoint

RESET]

083 : Trunk seizure sequence for an outgoing call ) 0: As per CM08>078 @ 1(Def.) : By allotter

086 : Centrex trunk 0: To provide @ 1(Def.) : Not provided

087 : Distinctive Ringing by detecting the ringing signal from main PEX | 0:Toprovide @ 1(Def.) : Not provided

or Centrex

089 : Cydic Redundancy checking for DTI trunk *NOTE 1:This ) 0:Toprovide @ 1(Def.) : Not provided

command is not effective when you use the DTI{2M E1) Trunk{CM05
¥=0 2nd=47), set CMAA YY=01, [ELADE RESET]

090 : Spedial fadiities 0 : No. 7 CCIS, SIP trunk -

091 : Common Channel Handler (CCH) No. used for No. 7 CCIS/SIP CCH [01 . 01 v]
093 : D Channel Handler {DCH) Mo. used for ISDM Primary Rate
Interface DCH |NONME(Def.):Modata

097 : Route dass data on CCIS Route to Route Restriction

Day  [NONE(Def.) : No data - 3 ‘

Night [NONE(Def.) : Mo data v] (Setting data is the same as CM 1: 3 ‘
098 : Designated seizure of trunks for Private Lines () 0:Allow @ 1(Def.) : Restricted L3
< 1 ] b

2.7 Setting SIP Control Channel Data

Follow the steps below to enter SIP Control Channel Data.

Step  Action

1 In the System Data
Navigate to CM A700>xx>yyy (xx=CCH used for SIP trunk, yyy=Control trunk number).
Set control trunk number assigned by CM 1003.

2 In the System Data
Navigate to CM A701>xx>yyyyy (xx=CCH used for SIP trunk, yyyyy=0Originating Point Code).
This is an arbitrary originating point code.
The same originating point code can be used for each SIP trunk server.

3 In the System Data
Navigate to CM A702>xx>yyyyy (xx=CCH used for SIP trunk, yyyyy=Destination Point Code).
This is an arbitrary destination point code.

Different destination point codes must be used for each SIP trunk server.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
permission from Charter Communications™.
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4 In the System Data
Navigate to CM A726>xx>0 (xx=CCH used for SIP trunk).
Enter calling name display-CCIS/SIP trunk to O (To provide).
5 In the System Data
Navigate to CM A728>xx>0 (xx=CCH used for SIP trunk).
Enter calling party information transferring service to 0 (To provide).
6 In the System Data
Navigate to CM A771>xx>yy (xx=CCH used for SIP trunk, yy=SIP profile number for contrl packet)
7 All the other options are set to default value.
8 Click Apply.

9 Procedure completed.

System Data
Read Apply

CMA7 : CCIS Channel/IP Trunk/SIP Trunk Datal
ST + A7YY + DE + COMMON CHANNEL SIGMALING HANDLE + DE + DATA + EXE

(COMMON CHANMEL SIGMALING HANDLE |

00 : Trunk used as Common Signaling channel Trunk Mo, assigned by CM10 YY=00 W}l =
01 : Originating Peint Cade (OPC) [RESET] Originating Point Code (00900

02 : Destination Point Code (DPC) Destination Point Code 00901 |

03 : Centralized Billing Facility [3{Def.) : Not provided v]

04 : Centralized Billing destination Point Code of Center Biling Office l:l

05 : Centralized Fault Reporting destination Point Code of Centralized Fault Reporting Office l:l =
06 : Originating Office number for Open Numbering Plan Originating Office number l:l

07 : Center Biling Office number for Closed Mumbering Plan (Effective Center Biling OFF b
when CMAZ YY =06 is not assigned) e l:l

10 : ACM signal waiting timer after sending IAI signal when originating second(s

calls via CCIS. SIP trunk ringing/answer response timer. When 15(ef.) : 06 b &

time-out occurs alternate routing is executed if provided.

26 : Calling Name Display-CCIS/SIP Trunk (effective when @) 0:Toprovide () 1(Def.) : Not provided

CMOB>379=0

28 : Calling Party Information transferring service @) 0:Toprovide () 1(Def.) : Not provided =
29 : Multiple Call Forwarding-All Calls/Busy Line /Mo Answer-CCIS () 0 : Allowed (Maximum 7 times) @ 1(Def.) : Restricted (Only once)

30 : Busy Lamp Field (BLF)-CCIS ) 0:Toprovide @ 1(Def.) : Not provided

44 : TOS field Precedence for IPT (P2P CCIS) control packet, TOS : PRECEDENCE
Type of Service (Ineffective when CMAZ YY=50 is set) [IP TRUNK LS(0ef)ei00 hd

RESET]
45 : Release timer for IPT (P2P CCIS) Point-to-Multipoint connection [NONE(Def.) . Not released v] minute(s) ['000' : seconds ]

1| 1 | b

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
permission from Charter Communications™.
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System Data
L © &

Read Apply

CMAZ7 : CCIS Channel/IP Trunk/SIP Trunk Datal
ST + A7YY + DE + COMMON CHANNEL SIGMALING HANDLE + DE + DATA + EXE

COMMOM CHANMEL SIGMALING HANDLE |01 -

461 éﬁnnecﬁon Method (P-P CCIS/SIP Trunk) [RESET][IP TRUNK () 0: Point-to-Multipoint @) 1(Def.) : Point-to-Point &
RES

50 : DiffServ code setting for IPT (P2P CCIS) control packet [IP ;. : =

TRUNK RESET] DiffServ code point l:l (HEX, 00-3F)

64 : Trunk seizure sequence for incoming calls () 0:By Allotter @ 1(Def.) : From lowest drcuit no. available

71 : SIP Profile No. for control packet Profile No. for control packet |go: oo -

77 : Registration Status/Manual Registration Sending

@ 0(Def.) : Mot Registered () 1: Registration Complete  *Applying 0in2

81: Baud rate for Common Signaling Channel F(Def.) : 64bps - £

83 : SIP Profile No. of Secondary Unit [8300R6]

Profile No. | NONE(Def.) : As per CMA7YY=T1 ¥

Fl 1 2

<

fTop!

2.8 Setting SIP Profile

Follow the listed steps below to set the SIP Profile.

Step  Action

1 In the System Data
Navigate to CM BA10>xx>1C (xx=SIP profile number).
Enter diffserv precedence for SIP trunk control to 1C.

2 In the System Data
Navigate to CM BA21>xx>y (xx=SIP profile number, y=Voice RTP codec list).
Enter the customer’s required codec list.

3 In the System Data
Navigate to CM BA30>xx>yyyyyyyyyyyy (xx=SIP profile number, yyyyyyyyyyyy=Static LAN IP address of Acme Packet E-SBC).
Note: Use the actual e-SBC LAN IP for your network.

4 In the System Data Navigate to CM BA31>xx>05060 (xx=SIP profile number).
Enter SIP server port number to 05060.

5 In the System Data Navigate to CM BA32>xx>'User Account Number’ (xx=SIP profile number).
Enter the registration number received from Acme Packet e-SBC.

6 In the System Data Navigate to CM BA44>xx>01 (xx=SIP profile number).

Enter the caller ID conversion on SIP trunk call to 01 (Caller ID conversion mode 1 and refer to the table in the figure for sending caller
ID options).

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
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7 All the other options are set to default value.
8 Click Apply.

9 Go to the next table.

System Data . 2
Read Apply
CMBA : SIP PROFILE DATA
ST + BAYY/YYY + DE + PROFILE NO. + DE + 2ND DATA + EXE
Profile Mo. for control packet
04 : TOS (Type of Service) Diffserv Precedence for SIP trunk control PRECEDENCE -

packet [RESET]
| 10 : TOS (Type of Service) /Diffserv Precedence for SIP trunk control TOS /Diffserv Precedence

(HEX, UD*3F)|

packet [RESET]

13 : Maximum value of jitter buffer for FAX [3300RE] NONE(Def):300 v | ms
14 : Minimum value of jitter buffer for FAX [8300R8] NONE(Def.) : 10 | ms
| 21 : Voice encoding selection precedence for SIP trunk [RESET) 0: Programmable List = | o s HIGH « SELECTION PRECEDENCE — LOW
st ode
[ e [ =

m

1 Standard Wode 2 GI11 (Fbps)
T s | o |
5 G729, &
Band Mode probine Ce4bps) - L4
Tdah | Staowd o | 611 (Gakngs. 20ms Foedl
22 : Payload size for SIP trunk [RESET] 1: 20me. v] I
25 : Query a DNS server to get the IP Address [RESET] ) 0:Provide @ 1{Def.) : Not provided
27 : Provide session refreshment when receiving 18X. Provisional (71 0: Notprovided @ 1(Def.) : Provide
response is received again [RESET]
29 : Session Timer refresher kind [RESET] () 0:uas @ 1(Def):uac
|3“ S P R B ST SIP server IP Adcress | 192168053084 I
31 : 5IP server Port No. [RESET] SIP server Port number
32 : Registration Mo. (representative no.) assignment [RESET] Registration No. (representative na.) |3038356006 ‘I
o m g b
System Data
L -
Read Apply

CMBA : SIP PROFILE DATA
ST + BAYY/YYY + DE + PROFILE NO. + DE + 2ND DATA + EXE

Profile No. for control packet

44 : Caler ID conversion on SIP trunk call [RESET] T | e

GMEA
ogoi7s | |SMBAY=44501 REMARKS
i Fepresentative Number
by CMEA V=32
Subecriber number sst
ot DI mbet to GMI1Z ¥=1213
Representative Mumber by |Mo Subseriber number
CMBA Y=32 ot to GMI2 Y=12,13
Subecriber number sst
oo DI mbet to GM12 Y=46,47
Representative Mumber by |Mo Subseriber number
GMEA =32 et to GMI2 Y=48,47
i Rispresentative Numbst by
Gman r=a2
Station Mumber MOTE]
14 ot Originatine Office
number)
15 Station Mumber MOTE!
QOriginating Office number)

MOTE! Originating Office number(GMAT YY=08)

m

For Tandem Connection
INGOMING CALLING CMBA Y=44501
Representative Number by
CMBA Y=32
DID Number/
Station Number

Mot informed

Informed

45 : Setting of SIP AoR user name with character [RESET] SIP Ao user name (Maximum 32 characters) [3038356006 |

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
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I.fmp |

Step

1

Action

In the System Data Navigate to CM BA53>xx>03 (xx=SIP profile number).

Enter DTMF out-band mode for SIP trunk to 03 (Out-band mode (with RFC2833)).

2 In the System Data Navigate to CM BA83>xx>0 (xx=SIP profile number).
Enter session timer providing to 0 (Not provided).
3 In the System Data Navigate to CM BA85>xx>0 (xx=SIP profile number).
Enter IP address used for SIP-URI to O (IP address of VolP CM 0B101>00).
4 In the System Data Navigate to CM BA90>xx>02 (xx=SIP profile number).
Enter timer of response waiting for calling (INVITE transaction time-out) to 02 (3-4 seconds).
5 In the System Data Navigate to CM BA91>xx>1 (xx=SIP profile number).
Enter provisional response code when receiving incoming calls to 1 (180 Ringing (with SDP)).
6 In the System Data Navigate to CM BA97>xx>1 (xx=SIP profile number).
Enter error response when receiving incoming call when all trunks are busy to 1 (486 Busy Here).
7 All the other options are set to default values.
8 Click Apply.
9 Go to the next table.
System Data
]
Read Apply
CMBA : SIP PROFILE DATA
ST + BAYY/YYY + DE + PROFILE NO. + DE + 2ND DATA + EXE
IPruﬁIE Ma. for control packet (00 - I
ISZ : DTMF out-band mode for SIP trunk [RESET] [NDNE{DEF.) : In-band made (Voice pass through) v] I =
55 : Setting of SIP trunk identity header [RESET] [1 ; SIP-URL =
56 : Session Timer method [RESET]
70 : SIP trunk registration method to the SIP server [RESET] [3{Def.} . Not registered v]
71: Setti fSIP trunk trati time to the SIP o {
(Effeciuengrfl‘y whenL:I’-‘YS'Ugllss ;tut'; E’)‘p[gésga SRS l:l second(s) (120-4294967294 seconds, NONE=3600 seconds (1hour)) E
72 : Setti f Authenticati oh e :
fojtccaiving rom the STF server with haracter codk [REGET] G | \
74 : Setti f Authenticati vord whi istel to, i . :
o e o erves ot herees code I 9 PISenINS  passnordMasdnum 32 raracters) | |
E‘:gsi_entnng of 5IP trunk domain name for SIPURI with character Domain name(Maximum 32 characters) | “
82 : Terminating system when recognizing called sub-address [RESET] () 0: Station Call @ 1(Def.) : As per terminating system I
IB3: Session Timer providing [RESET] @ 0:Notprovided (7 1(Def.) : To provide I
| 85 : IP Address used for SIP-URI [RESET] @ 0: 1P Address of YoIP CMOB101>00 (0 1{Def.) : IP Address of SIP Profile CMBA30 |
86 : Identity header of SIP Trunk [RESET] @) 0:P-Asserted-Identity (©) 1(Def.) : P-Preferred-Identity
87 : Stop no-answer timer when receiving first response (100 Trying)  (7) 0 : Not Stopped @) 1{Def.) : Stop Timer

[RESET]

]

M . r
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System Data
ystem Da © 2

Read  Apply

CMBA : SIP PROFILE DATA
ST + BAYY/YYY + DE + PROFILE NO. + DE + 2ND DATA + EXE

S i

88 : Session Timer setting [RESET] second(s) (14294967294 seconds, NONE=1800 seconds)
|QD “Timer of response waiting for caling (NVITE Tansaction SMe-oUt | o2 : 3.4 seconds = I
timer)

1: Provisional response code when the system receives the incoming 1: 180 Ringing (with SDP] =
Eau and starts to call the stations [RESET] [ ging { ) ]

92 : Setting of the display name fuser name for From Header [RESET] [2 : Display name: Caller ID following CMBA YY =44, User name: STP AoR User Description following CMBA YY =45 -

93 : Setting of the Fully Qualified Domain Name (FQDN) for SIP server -

el i Domain name(Maximum 32 characters) \

7 : Error response code when the system receives the incoming call, | 1, 486 Busy Here = |

but all STP trunks are busy [RESET] |4
93 : Setting of the Unit No. to query the DNS server [RESET] Unitho. [NONEDeF) :Nedsta < 13
|gg : Clearing the cache table [RESET] CCC : DNS cache table dearance | =

4/\%

Step  Action
1 In the System Data Navigate to CM BA119>xx>yy (xx=SIP profile number, yy=Codec type for SIP trunk).
Enter customer’s required codec type for SIP trunk fax calls.
2 In the System Data Navigate to CM BA126>xx>0 (xx=SIP profile number).

Enter selection of reference to caller ID to 0 (Get caller ID from the Username field if the Display name field of the From header of initial
INVITE message is blank.

3 In the System Data Navigate to CM BA141>xx>0 (xx=SIP profile number).
Enter call transfer (unattended/Attended) operation for SIP trunk to O (Provide).

4 All the other options are set to default values.

5 Click Apply.

6 Procedure completed.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written 18
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System Data
Y o &

Read Apply

CMBA : SIP PROFILE DATA
ST + BAYY/YYY + DE + PROFILE NO. + DE + 2ND DATA + EXE

Profile Mo. for control packet

104 : Periodical resending of provisional response when receiving to ef.) : Mot Provided - =
SIP trunk [RESET] [S{D 1 ] 1
105 : Request provisional responses with reliability {100rel) when of.) : Not available -

sending from SIP trunk [RESET] [3{0 ) ]

107 : Re-registration unconditionally when receiving [RESET] ) 0: Provided Unconditionally @ 1{Def.) : Provided only when nonce value does not match

108 : Perform registration periodically when also receiving ) 0:Toprovide @ 1(Def.) : Not provided

[subscribererror] or [authentication error] or [Timeout error] during

the registration [RESET] g
109 : Responce when receiving NON-INVITE in IDLE state [RESET] ) 0: Mot Answered @ 1(Def.) : Answer with 481 message 1
110 : Send a signal to require a deletion during a reset setting | 0:Toprovide @ 1(Def.) : Not provided

registration [RESET]

111 : Whether providing an alternative routing when receiving the | 0:Notprovided @ 1(Def.) : To provide

436 Busy Here respanse [3300RE]

112 ; Logic for Contact Header User Field [RESET] ) 0:Random @ 1(Def.) : Follow CMBAS2 Setting

113 : Distinctive Ringing for Incoming SIP Trunk Calls [RESET] ) 0:External @ 1(Def.) : Internal

114 : Require provisional responses with reliability {100rel) when (7) 0: MNotrequired @ 1(Def.): Auto

receiving [RESET]

115 : Whether providing an alternative routing when receiving the (7) 0:Toprovide @ 1(Def.) : Not provided

408 Reguest Timeout response [3300RE]

118 : Register resend timer when Register sending fails [RESET] 7(Def.) : 60 sec. -
119 : CODEC type of SIP trunk for FAX communication [8300R.3] 00 : Mo FAX mode detection '] I

120 : Setting payload size for FAX communication from SIP trunk
[RESET] [8300R 3]

121 : CODEC type of SIP Trunk (First priority) [RESET]
122 : CODEC type of SIP Trunk (Second priority) [RESET] NONE(Def) : Nodata = =

4 | . | r

[NONE(Def.) : Use payload size same as vaice call's one -

System Data
Read  Apply

CMBA : SIP PROFILE DATA
ST +BAYY/YYY + DE + PROFILE NO. + DE + ZND DATA + EXE
Profile Mo. for control packet

123 : CODEC type of SIP Trunk (Third priority) [RESET] NONE@eF) : Nodata -

126 : Selection of reference to caller ID [RESET] [8300R2]

[0.: Get caller ID from the Username field i the Dispiayname field of the From header of intial INVITE message is blank.

127 : Selection of reply for re-INVITE SDP which has unsupported
media only. [8300R3]

131: After passing ON while tentative is responding with 18¥SDP, () 0: Passing ON @ 1(Def.) : Not passing ON
passing ON with 2000K [RESET]

134 ; Selection of contact address after SIP 407-status.

[3(Def.) : Reply with SIP status 2000K which contains the answer for cach media type,  + |

[l(Daf‘} : Contact to address of 'Contact header' of SIP 407-status from next SIP message. v]

135 : Selection of called number. [8300R3] [1([:5&} : Get called number from Request-line of INVITE message,

136 : Selection of use the representative number as called number or
not use it. [8300R3]

138 : SIP-TRK Location No. [8300R5]

[l(Daf‘} : Use representative number as called number. V]

[NONE(DEF.) : s per CMOB Y=Lix>10  +

139 : Global IP Address for VoIPDB by NAT, when using SIP multi l:l m
carricr [RESET] [8300R4] (aaabbbcccdddeee as input style)

140 : Calling party number delimited depending on semicolon of From () 0: Avaisble @ 1(Def.) : Not availsble
header [8300R4]

141 : Call Transfer(Unattended Attended) operation for SIP Trunk @ 0:Provide ©) 1(Def.) : Not provided
[8300R5] ) )

142 : Domain name for Request-URI/To header [8300RS] (7) 0 : Domain name following CMBA76-73 @) 1{Def.) : Domain name following CMBA93-36 £
157 : Setting of from header/contact header for REGISTER message [ 7(Def) : As per CMBAYY=92 =

[8300R6]

158 : Register resend variable timer when Register sending fails =

[RESET] [§300R3] NotEDef):: 3 TERIE

158 : Caller ID of Identity header [8300RS]

[3Def.) : As per CMBASNxx 1st=176 and CMBA YY=44

ZA}

2.9 Converting DID Digit

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
permission from Charter Communications™.

19



Follow the steps listed below for DID digit conversion.

Step  Action
1 In the System Data
Navigate to CM 7600>xxxx>yyy (xxxx=Incoming DID number, yyy=Conversion block number).
Enter incoming DID numbing to a conversion block (000-999).
2 Click Apply.

3 Go to next table.

System Data

Lo -
Read Apply
CM76 : DIGIT CONVERSION ON DID CALL
ST + 76YY + DE + DID No. + DE + 2ND DATA + EXE
DD Ne.
00 : Number Conversion Block No. for Development Table 0 Number Conversion Block No.

) 1
frop|

—_—

Step  Action
1 In the System Data
Navigate to CM 7601>xxx>yyyy (xxx=Conversion block number, yyyy=Day mode destnation).
Enter incoming DID destination for day mode.
Enter additional modes if required.
2 Click Apply.

3 Procedure completed.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written
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System Data

CM76 : DIGIT CONVERSION ON DID CALL
5T +76YY + DE + BLOCK No. + DE + 2ND DATA + EXE

Number Conversion Block Mo,

0

b

: For Day Mode

=
(=]

: For Night Mode

=
D

: For Mode A

04 : For Mode B

=
I}

: Terminating Trunk Tenant during Day Made (for TAS)

=
&

: Terminating Trunk Tenant during Night Mode (for TAS)

=
=

: Terminating Trunk Tenant during Mode A (for TAS)

=
&

: Terminating Trunk Tenant during Made B {for TAS)
09 : Station Tenant for each DID Number

1

=}

: Call Waiting for DID call per DID incoming LDM

1

{7

+ Priority Queuing per DID incoming LDN

13 : Automatic Live Recarding for DID

—
—
—

Trunk Tenant No.

Trunk Tenant MNo.

Trunk Tenant No.

Trunk Tenant No.

N
Read Apply

Station number to be terminated f Change terminating system to DXX
Station number to be terminated [ Change terminating system to DXX
Station number to be terminated [ Change terminating system to DXX

Station number to be terminated / Change terminating system to DXX

—]
—
[F—
—

Station Tenant Mo.  |NONE(Def.) : Nodata =

(71 0 :Restricted @ 1(Def.) : Allow

() 0 :MNotprovided @ 1(Def.) : To provide

(71 0: Start automatically @ 1(Def.) : Not available

27N

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written

permission from Charter Communications™.

The information contained herein is confidential and should not be disclosed, copied, or duplicated in any manner without written

permission from Charter Communications™.

21




	NEC SV8300/9300 IP PBX Configuration Guide

